Create outbound route

Outbound rules dictate how Webitel routes outbound calls based. You can route calls via different SIP Providers based on who is making the call, the
number that is being dialled or the length of the number. You will need to create at least one outbound rule to start making outbound calls on Webitel. We'll
allow all outbound calls "as is" via our SIP Provider.

Create new default callflow scheme:

Name - any name

. Number - the regular expression for dialed number. Will much any digits.
. Time zone - chose your time zone

. Callflow - send all dialed digits to our SIP Provider and record a call.

{
"ringback": {
"call": {
"nane": "$${us-ring}",
"type": "tone"
H
"transfer": {
"nane": "$${us-ring}",
"type": "tone"
}
}
I
{
"setVvar": [
"cal | _ti meout =40",
"continue_on_fail=3,17, 18",
"hangup_after_bridge=true"
]
H
{
"recordSession": {
"action": "start",
"type": "np3",
"stereo": false
}
b
{
"bridge": {
"endpoints": [
{
"name": "63069",
"type": "sipGateway",
"dial String": "&reg0. $1"
}
]
}
b
{
"playback": {
"nanme": "L=10; % 400, 400, 425)",
"type": "tone"
}
H
{
"hangup": ""
}

Now, You can make an outbound call via our SIP Provider.
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